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orthogonal functions are generalized, as they are fundamentally acoustic based and thus
not constrained to being structural or written in terms of structural measurements.
Therefore application can be made to any noise source, facilitating wide practical
implementation of the technique. The presented acoustic-centric technique for the
sensing and control of enclosure noise, by being based on the fundamental acoustic
radiation shape—the monopole, thus overcoming the need for any information of the
noise source (other than its approximate size) in the construction of orthogonal
functions contributing to the noise within the enclosure. The presented approach then
makes a significant improvement over previous work in the area of orthogonal
developments for radiation into enclosures, which has typically taken a vibration-
centric approach postulating vibration domain measurements to construct the global
performance criterion. Therefore providing the hope of moving beyond small-scale
laboratory implementations to more practical problems. Simulations are completed to
illustrate the validity of the novel approach by illustrating that a controller minimizing
the generalized orthogonal functions will achieve the maximum possible attenuation of
the global error.

© 2009 Elsevier Ltd. All rights reserved.

1. Introduction

The situation where a noise source radiates into an enclosure and causes unwanted noise disturbance is common in
many industries, for example the aerospace, aviation, automotive and marine industries. In most cases the problem is
caused by some structural excitation resulting in a coupled vibro-acoustic enclosure. As these radiation problems within
cavities are typically structure-borne noise, the problem has generally been tackled from a ‘structural’ point of view (i.e.
using structural sensors and structural control sources). Such an approach has lead to active control developments being
solely based on vibration characteristics of the radiating structure. In turn the sensing and control of sound transmission
has become dependent on the structure itself (vibration characteristics), rather than the acoustic nature of the sound
radiation. The reliance on a structural-centric approach to structural-cavity problems has limited applications to small-
scale laboratory implementations.
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In the area of active control of cavity noise, the literature concentrates on structural transmission into the cavity. Early
work sought to quantify the mechanisms of sound transmission in closed shells and the modal coupling between structural
vibration and the acoustic fields in such situations [1-5]. Early theoretical work aimed at achieving global reductions
through active control showed that attenuation within cavities can be achieved using acoustic point sources [6,7]. The early
practical active noise control systems, targeted noise within cylinders and the work established that structural point forces
could control locally [8] and globally (through the minimization of the cavity acoustic modes) [9-11] noise within the
cavity. For the active control community, the most common target structure for structural-cavity noise has been a
rectangular enclosure with one flexible surface [12-19]. The general methodology required to examine the active control of
this system arrangement and the several mechanisms which achieve global attenuation of the cavity noise can be found in
the literature [13,15,16].

Pan et al. showed theoretically [12] and experimentally [13] that there are two different control mechanisms involved in
the point force (structural control) minimization of sound transmission through a panel into an enclosure. If the system
response is dominated by panel controlled modes, minimum sound energy is obtained by suppressing the panel vibration.
If the system response is dominated by cavity controlled modes the control force is used to adjust the panel velocity
distribution so that the real part of the power radiated from the panel into the cavity is minimized. In the latter case there
may be an increased locally reactive intensity flow and increased vibration levels. The fundamental mechanics of active
control of structural-cavity problems are further expanded on in a vibration mode-centric analysis in the literature [15,16].

A problem of a vibration mode approach is that as the system complexity increases more and more structural modes are
required to be controlled. To overcome this problem ‘transformed modes’, or ‘power modes’, have been proposed where
weighted combinations of structural modes (which form orthogonal shapes to the sound transmission from the panel into
the cavity) are the error signals to be minimized [14]. Similar shapes were developed for a cylindrical cavity with a
rectangular floor [20]. In these developments the number of orthogonal patterns that need to be controlled to reduce cavity
noise is much less than the number of vibration modes to measure and control over the same frequency range. As less
control channels are required the result is simpler and more robust active system. More recently, a new method where
clusters of the structural-acoustic modes are formed based on the indices of the structural and acoustic cavity modes have
been proposed in an attempt to simplify implementation [18,19]. However, all of these systems are built on the
fundamental premise that structural information is available, which seems to have limited application to the laboratory.

What is sought here is a generalized decomposition of noise radiating into an enclosure, which can be applied to any
noise source. In other words; a method where a bunch of sensors could be included on/within an enclosure along with a
small number of control actuators, and then the active control system simply turned on. To achieve this several aspects of
the design need to be constrained. Firstly the noise radiation transmission to the cavity needs to be classified into a set of
generalized acoustic functions, removing the need for structural information. The goal of the sensing system is then to
measure sound transmission via measuring the generalized acoustic functions. Attenuation can then be achieved, through a
variety of methods, by minimizing these generalized functions.

In this work a set of acoustic functions are used to decompose radiation from any source, that is a set of acoustic
functions (defined here as acoustic multipoles) are imposed onto the noise source. The end result in the decomposition
process is a set of acoustic functions that are orthogonal to the global error. In the past elemental radiators have been
applied to free field structural radiation, in an attempt to generalize the set of orthogonal vibration patterns to sound power
[21]. The orthogonal shapes in this case are combinations of the elemental radiator amplitudes defined by the eigenvectors
of the radiation transfer matrix. It is important to note that these vibration patterns are orthogonal to sound power, a
different global error criterion to the global error in a cavity; and there is no reason to first constrain the analysis here to the
decomposition of sound power and then use these shapes for acoustic potential energy.

Rather than looking at the problem from a structural point of view, an acoustic approach is taken, as illustrated in Fig. 1.
More specifically the global error will be defined in terms of a set of sound pressure measurements, not structural
measurements. The work here then provides a new way of looking at the structural-cavity problem; and as a result of being
acoustic-centric provides a more direct, and thus precise, measure and method to control the acoustic global error within a
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Fig. 1. The proposed novel approach to active control within cavities contrasted by the current approach.
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cavity. Essentially the goal is to treat all situations the same, and so in a practical implementation the designer simply
installs a number of sensors and actuators, immediately turns on the sensing and control technique, eliminating the
lengthy system characterization that is necessary in approaches which require structural characteristics (for example
structural mode shapes). The presented generalized methodology uses acoustic radiation shapes built on the fundamental
radiation pattern of a monopole. The work is similar to the approach presented in theory and practice for global control in
acoustic free field of two- and three-dimensional noise sources [22-27]. Finally simulations are presented to validate the
presented theoretical approach.

2. Global performance development

Where a noise source is creating an annoyance and/or causing hearing damage, the ideal solution is one where the noise
is globally attenuated. A global cost function will be developed as only this error will maximize the area and the number of
people who can be positively influenced by an active control system. Consider a generic noise source radiating noise into an
enclosure, the aim of a practical active control system is to measure and minimize a set of states that will lead to a
reduction in a global error. The global cost function, J, is conveniently written as a quadratic function

J=q'Aq (1)

In Eq. (1), q is a vector of quantities to be measured (essentially system states) and A is a square weighting matrix
which defines the contribution of the states to the global error. If A is diagonal, each state in q contributes independently
to the global performance measure J and a reduction in the global error is achieved by simply minimizing the states in q.
If A is not diagonal, the diagonal terms define the contribution to the global error of each element in q acting alone;
the off diagonal terms define the modification of the isolated states in q due to the presence of the other states.

In the situation where a noise source (possibly a vibrating structure) is radiating into an enclosure, the goal of an active
control system is to minimize sound transmission into the coupled enclosure. In this case the global error criterion is
potential energy; which is written as

1

_ 2
B = g2 J, P r 2)

where p is the density and c the speed of sound within the acoustic fluid enclosed by the cavity, p the acoustic pressure and
the integral is evaluated over the enclosure volume, V, and r = (x,y, z). The goal of this work is to construct a cost function
for potential energy of the form in Eq. (1) which is independent of any structural parameters, i.e. the thickness, the
boundary conditions, vibration amplitudes, etc. Ideally the result would then be a group of generalized orthogonal acoustic
radiation functions, which are applicable to any noise source (structural or non-structural). As a direct consequence of the
general nature of the generalized orthogonal radiation functions, the goal of the active control system is to measure and
minimize these functions in all practical situations.

In this study it is assumed that there is ‘weak coupling’ between the generic noise source and the acoustic space.
Therefore, if the source was a vibrating panel, the response of the panel can be described in terms of its in vacuo mode
shape functions and the response of the acoustic space to be described in terms of the rigid-wall mode shape functions.
This is a valid assumption where the structure encompasses a relatively large air filled space and has some degree of
stiffness such that the radiation loading on the structure will be relatively small, and similarly the motion of the structure
will not significantly alter the shape of the acoustic space [14].

With the assumption of weak coupling, the acoustic pressure at any location in the enclosed space can be expressed in
terms of the rigid-wall acoustic mode shape functions of the cavity,

p(r) = pigi(r) 3)
i=1

where p; is the pressure amplitude of the ith acoustic mode and ¢); is the value of the associated mode shape function at the
location r in space. Substituting Eq. (3) into Eq. (2), the acoustic potential energy is rewritten as

1

B = gz f, (S piti) " (S pytym) ar (4)
Using modal orthogonality of the acoustic modes within the cavity,

) 0, iz
[, #itrreyrrar = { A i (5)
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where A; is the volume normalization of the ith acoustic mode. Using the orthogonality property and limiting
consideration to N acoustic modes, the expression for the global error, acoustic potential energy is written as

1 U 2 _ . H
Ep=4p7;/1imi| =p 'Wp (6)

where p is the vector of acoustic modal amplitudes and W is a diagonal weighting matrix, the terms in which are

.. A;

Wi =75 (7
Equation (6) is in precisely the desired form as required in Eq. (1), however, the global error is merely in terms of the
acoustic mode shapes of the cavity, p; there is no description of how the radiation from some generic source is contributing
to the acoustic modal amplitudes. Furthermore the expression in Eq. (6) is convenient should only acoustic sensors and
actuators be used, however, such an approach can be inefficient as acoustic control sources typically have weak control
authority over structural elements, and in the case where a structure is the source of the disturbance, direct structural
control is more efficient [17]. What is then sought is some generalized relationship between the radiation of a non-
structural source or a vibrating panel, and the acoustic modes of the cavity—which can be measured and controlled in the
structural or acoustic domain. By replacing the structural source with an array of monopole sources, as conceptually
illustrated in Fig. 1, the development of the orthogonal decomposition is constrained entirely to the acoustic domain. The
starting point for the generalized approach is to expand the pressure radiated by a noise source (later a vibrating panel is
considered in simulation) in terms of acoustic multipole radiation patterns, analogous to the decomposition of a structural

velocity distribution in terms of in vacuo mode shape functions, sound pressure is then written as

Pmuiei () = _ aji(r) (8)
i=1

where g; is the amplitude of the ith multipole and ;(r) the radiation transfer function for the ith multipole between the
origin and the location in space, r. Previous work based the expansion of pressure radiation into a cavity in terms of
vibration amplitudes or vibration patterns of the flexible panel, which are dependent on its boundary conditions, thickness,
internal properties, etc. What is sought here is a generalized acoustic-centric approach to structure-cavity interaction, an
approach which would be equally applicable to a non-structure source within a cavity. The real benefit in a generalized
approach is that, instead of some structural source, an array of monopole sources (capable of mimicking any noise source)
are used, accordingly the technique is applicable to any noise source. As conceptually illustrated in Fig. 1 the development
of orthogonal patterns to the global error is based on fundamental acoustic sources—rather than structural sources which
imply structural measurements. At the heart of the generalized development of radiation into a coupled enclosure is the
derivation of radiation patterns based on in-phase/out-of-phase combinations of monopoles situated in an array over the
noise source. To generate a given multipole pattern, the amplitudes of all the monopole sources in the array are fixed to be
equal. Consider a single monopole in a baffle, the noise radiation defined by a point source is written as

qJZwTie—Jkr (9)
where g is the volume velocity of the source, j the imaginary operator, @ frequency of radiated noise, k the wavenumber
and r the distance from the location of the point source to the point of interest. While the assumption that the monopoles
are in an infinite baffle is not strictly correct for this cavity situation, the approximation of monopole radiation is shown to
be sufficient due to the positioning of the sensors, as will be discussed.

Consider now eight virtual monopole sources, which are used to mimic (replace) the acoustic radiation that is generated
by some generic noise source radiating into the enclosure. The precise phasing of the monopoles in the array is defined by
the Hadamard matrix which contains a set of orthogonal functions composed of +1 [28,29]. A convenience of the
Hadamard matrix is that it easily allows for the use of more monopoles in the decomposition development. To generate a
given ‘acoustic multipole radiation pattern’ the amplitudes of the virtual sources are fixed to be equal. The phasing of the
sources that form the acoustic multipoles, in the case of eight monopoles, is governed by the relationship

1 1 1 1 1 1719
1 1 -1 -1 -1 -1]||q92
-1 -1 -1 -1 1 1 as
-1 -1 1 1 -1 -1||44
-1 -1 1 -1 1 1 -1]|4ds
-1 1 -1 -1 1 -1 1 de
-1 1 -1 1 -1 1 -1{(4q7
L1 -1 -1 1 1 -1 -1 11|48
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Using the definition in Eq. (10) the set of radiation transfer functions to a point in space, which constitute the elements in a
given row of ;(r) in Eq. (8) are written as follows:
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where r; is the distance from the first monopole to the measurement point of pressure.

In the multipole development it is inherently assumed that all sound radiation from the generic source is captured in
the resulting set of acoustic multipoles. The precise accuracy of this assumption (and others used in the development) is
the subject of the numerical simulation, however, as noted in Ref. [30] any set of orthogonal functions can be used in the
decomposition of a, quadratic, global error criterion. Observe in Eq. (11) that the first row of the Hadamard matrix will
result in the set of eight virtual monopoles being all in phase, creating a radiation pattern similar to that of a monopole.
Other fundamental acoustic shapes are also observable on close inspection of the rows in the Hadamard matrix: dipoles
(rows 2 and 7) and a quadrupole (row 6), etc.

In an enclosure, the coupling, that is the energy exchange, between the cavity and the source occurs at the boundary of
the source. This presents some mathematical difficulties for the proposed multipole approach as over the surface of source
(where the virtual sources at placed) the value of y/(r) becomes undefined. However, here the assumption will be made
(and later tested in simulation) that an approximation of the coupling can be evaluated in the vicinity of the monopole
sources, where the functions /() become smooth.

The form of Eq. (11) provides no restriction for the placement of a set of acoustic sensors. However, to avoid simply
measuring sound pressure which is dominated by the acoustic cavity modes (as the case would be if the sensors where
placed at some distance from the panel) the sensors must be placed close to the vibrating panel. Withal, as will be clearly
shown shortly, the acoustic measurements used to resolve the multipole amplitudes need to be taken close to where the
acoustic and vibration fields interact, as this is where the energy exchange is taking place. In general (i.e. in cases where
more or less sensors than virtual monopoles are used) the multipole amplitudes can be resolved using a matrix inversion or
pseudo-inversion in a general sense as follows:

a=¥1p (12)

where the vector p contains a set of point sound pressure measurements. When the vector p is measured very close to the
panel and the microphones are situated at the locations of the virtual monopoles, then the measured pressures correspond
to the virtual monopole amplitudes and thus the acoustic multipole amplitudes are simply equal to

a=H}"1p (13)

where H is the square Hadamard matrix. Should a set of structural sensors be placed at the virtual monopole locations the
multipole amplitudes become

a={H)1¥ (14)

where V is the vector of structural measurements. Such an arrangement is similar to the structural sensing of the multipole
approach for the acoustic free field, completed previously in experiments [23,31].

The resultant acoustic pressure at any location p(r) in the enclosed space due to the radiation (which is decomposed into
multipole radiation patterns) into the cavity from a generic source is defined by the Green’s function response equation,

p(r) = jpw /s Ga® PPy ®) dX (15)

where p,,11i(®) is the acoustic source strength in units of volume velocity per unit volume calculated from Eq. (8) at the
location X on the enclosing structure, defined in Eq. (8). Green’s function for the cavity is written as

" o= $i®)i(r)
Ga = E —_ 16
(Xlr) — Al(Klz _ k2) ( )

where x; is the complex (damped) eigenvalue of the ith acoustic modes. Should a planar radiator be considered as the noise
source the integration in Eq. (15) is over the surface S of the radiator to reflect the true nature of the coupling between
sound emanating from the panel and the enclosure modes. Consider a generic planar radiator, as this is a common practical
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problem; the complex amplitude of the ith acoustic mode can be expressed as

pi=lpe /A((bz(,),z Pmulti®) d¥ -

Using the expanded terms of the acoustic multipole functions, a in Eq. (8), the amplitude of the ith acoustic mode can be
reexpressed as

. A
pi= 0| 30 iy 02

A-(K.Z—k )JS =
ipw
= 18
A(;cz ,{)Zﬂul (18)

where B;; is the non-dimensional modal coupling coefficient for the ith acoustic mode and the jth multipole radiation
pattern,

Bij = /s iy (X) da (19)

and there are Ny multipoles used to mimic the total radiation by the rectangular panel. Should the practical situation under
consideration not be a planar radiator this approach is still applicable, simply the integral in Eq. (19) will be over a different
space. The acoustic modal amplitudes of the cavity defined in Eq. (18) can thus be rewritten as a matrix expression, where
the complex amplitude of the ith acoustic mode is equal to

pi=2,a (20)
where a is the (N5 x 1) vector of acoustic multipole amplitudes and z; is the (Ns x 1) vector of radiation transfer function

between the acoustic multipoles and the ith acoustic mode, the terms of which are defined by

jpw
.. 21
A2 —»HY (21)

Zqi =

Combining Egs. (15)-(21) the vector of Ny acoustic modal amplitudes p is defined by the expression
p=Za (22)
where Zg is the (Ng x Ns) matrix of radiation transfer vectors,

T
Za]
Zgz
Zo=| (23)

T
Za N

Equation (22) can be substituted into Eq. (6) to express the acoustic potential energy in the form of Eq. (1), where the
transfer matrix A is defined by the relationship

A =Z3WZ, (24)
such that the (m, n)th term is equal to
Nq 2
Jpk”s
A(m,n) = 7# Bi (25)
;4/11‘“{1'2 |2 imPin

Observe that the terms in the transfer matrix are strongly frequency dependent, governed by the frequency of excitation
and the admittance (;cl.2 —k*~1. The eigenvalues of the transfer matrix will therefore peak at resonances of the acoustic
modes to which the acoustic multipoles couple. The peak in eigenvalues at each cavity mode will be related to the acoustic
multipole pattern that has the greatest coupling coefficient to the cavity mode. Equation (25) shows that the error
weighting matrix, A, is not constrained to be diagonal. However, it is square and symmetric, hence it can be diagonalized
using an orthonormal transformation:

A=0QAQ! (26)
where the columns of Q are the eigenvectors of A and A is a diagonal matrix of the associated eigenvalues. Combining all of
this into the same form as Eq. (1), the global error, acoustic potential energy within the cavity, can be written as

Ep ~ 'y )HQAQ 'Y 1p (27)
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With this decoupling the modal filtering weights used to measure the generalized orthogonal contributors to acoustic
potential energy are defined by Qil‘l"l, and the amplitudes of the orthogonal contributors (the orthogonal acoustic
multipole amplitudes) to be used as error signals in a control implementation are then written as

Aortho = Qil ‘lli] f’ (28)

When sensors are positioned at the location of the virtual monopoles, the virtual monopole amplitudes are measured
directly (using structural or acoustic measurements), Eq. (28), the estimate of the orthogonal acoustic multipole
amplitudes becomes

ortho = Q' (HT) D (29)

In the case of vibration sensors positioned at the virtual monopole locations, the estimate of the orthogonal acoustic
multipole amplitudes becomes

Qoreno = Q H{HT) 1V (30)

Equations (28)-(30) represent a target for a sensing system and the ideal situation for an active controller where the
measured errors, @, contribute orthogonally to the global cost function. Implementation of the modal filtering scheme
to measure the orthogonal contributors to acoustic potential energy is then straightforward: measure the pressure at the
sensing locations, multiply the vector of pressure measurements by the fixed terms in Q ~! p-l (yielding a greatly reduced
number of outputs), and pass the handful of resulting signals through a set of filters with characteristics defined by A prior
to input to the controller.

3. Simulation
3.1. Frequency characteristics

To investigate the problem of measuring and minimizing the generalized contributors (acoustic multipoles) to achieve a
reduction in the global error we now specialize the problem. Consider an enclosure of dimensions 0.39 x 0.68 x 0.9 m
(Ix x Iy x Iz), as illustrated in Fig. 2. At one end of the enclosure is a flexible panel with a thickness of 0.004 m. For the
purpose of the simulation, simply supported boundary conditions are used (i.e. such that the panel resonance frequencies
can be calculated). The frequency range of interest for this work is up to 700 Hz.

A structural source is chosen for several reasons. Firstly there is a significant amount of accepted literature describing
the acoustic radiation of such a source. Secondly the maximum possible attenuation of the global error can be easily
calculated for such a noise source based on the input disturbance and the location and type of control actuator(s). Should a
non-structural source be chosen the precise sound pressure radiation characteristics of the source would firstly need to be
illustrated, and then a method for determining the maximum possible attenuation proposed; both of which would present
more unanswered questions than simulations based on the well-understood vibrating panel. More importantly though, the
choice of a structural source will not compromise the generalized aspects of the sensing system design and thus the
simulation results because the generalized modal filter weights were developed independent of the structural source and
depend on the decomposition of the noise source by an array of monopole sources, a result that has been proved
experimentally [25-27]. The sensing system just decomposes any radiation presented at the sensors into set of orthogonal
contributors to acoustic potential energy, a set of orthogonal contributors that are for any noise source; structural or non-
structural sources alike. The heart of the issue is the decomposition of sound radiation into a set of radiation patterns based
on an array of monopoles i.e. Eq. (8).

Flexibl nel
Enclosure exible pane

/

= Modal filtering to
resolve multipole
amplitudes

l(l to 6 multipoles)
Apply weightings
(frequency-dependent)

Minimize the
weighted signals

Fig. 2. System geometry and sensor arrangement for simulation.
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Table 1
Enclosure resonances below 700 Hz.

Mode (L, M, N) Resonance frequency (Hz)
0,0,0 0
0,0,1 190.6
0,1,0 252.2
0,1,1 316.1
0,0,2 381.1
1,0,0 439.7
0,12 457.0
1,0,1 479.3
0,2,0 504.4
1,10 506.9
0,21 539.2
1,1,1 541.6
0,03 571.7
1,0,2 581.9
0,13 624.8
0,22 632.2
1,12 634.2
1,2,0 669.2
1,21 695.8
Table 2

Panel resonances below 700 Hz.

Mode (My, Ny) Resonance frequency (Hz)
1,1 85.6
1,2 149.1
13 255.0
2,1 278.8
2,2 3423
14 403.3
2,3 448.2
1,5 593.9
2,4 596.5
3,1 600.8
3,2 664.3

The mode shape function of the rectangular cavity with rigid walls is

¢LMN(X>y,Z):COSlixc05MCOS% o)
o Ly Ly L,

with the associated resonance frequencies defined by the relationship

o[ (7 ()

Table 1 contains the cavity modes and Table 2 the panel modes below 700 Hz.

As mentioned the nature of the A matrix plays an important role in determining the precise characteristics of the active
control setup, i.e. the number of errors that need to be measured and controlled. Recall that the eigenvalues (contained in
A, Eq. (26)) of A are directly proportional to the radiation efficiency of the radiation patterns, thus the eigenvalues indicate
how many orthogonal patterns contribute to the global error; and subsequently the number of errors that should be
measured and controlled. Recall that the corresponding eigenvectors define the orthogonal acoustic radiation patterns into
the cavity, which in this case must be measured over the surface of the radiated panel. In the previous section it was noted
that both of these quantities have some level of frequency dependency, the nature of this dependence and its influence on
the global attenuation when ignored is examined.

Consider now 32 monopoles distributed evenly over the surface of the panel in a four by eight array. The separation of
the monopoles is 0.078 m in the x-axis and 0.0755 m in the y-axis. In this case 32 virtual monopoles have been considered
because beyond this number it was observed that the most important eigenvalues over the considered frequency range
changed very little when more monopoles are included. The Hadamard matrix for this case is
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The evaluation of A requires the evaluation of the coupling matrix, f;; on the surface of the vibrating panel, where the
acoustic modes of the enclosure actually impinge on the radiating surface. However, y(r), Eq. (11), is undefined over the
surface of the panel at the virtual monopole locations. The situation here shows some characteristics of the ‘minimum
sphere’ modelling phenomena where an acoustic field is represented by a number of virtual sources. In such modelling
situations there exists an area, or volume, where the error is small (outside the ‘minimum sphere’) but inside the acoustic
field is not necessarily accurately represented [32,33]. In the application here the minimum sphere issue is connected to
the value for kr chosen to evaluate y(r). By choosing a distance close to the panel surface (0.1 m) to satisfy the idea that y(r)
should be evaluated over the surface of the noise source and a frequency of 1Hz, the influence of the minimum sphere
phenomena will be minimized, as the minimum sphere, r; for a given wavenumber, k will be approximately equal to [33]
2n
rm > 343 (34)
k

Furthermore, empirically speaking at a frequency of 1Hz (k = 0.018) and a distance of 0.1 m from the noise source the
function (r) is smooth (there are no large variations in the function over small spatial variations). A low kr, y(r) is
observed to represent simple radiation patterns similar to monopoles, dipoles, etc., at higher kr the number of peaks and
troughs, over the same surface in space, is significantly more. The (r) is frequency dependent, however, ultimately it is
assumed that the acoustic patterns calculated under these conditions, and the resulting values of §;; are assumed constant
for the entire frequency range. Should these assumptions be unreasonable the achievable attenuation, when minimizing
the orthogonal multipoles, will be less than the maximum possible for the given actuator arrangement. These issues are
examined in the following sections of the article. The matrix Bij at 1Hz for the given monopole arrangement is



Bm,myqy, =

[ 02125
0
0
—0.0695

(=]

O OO oo oo

—0.0518

o o

0
0.0073
0
0
0
0
—0.05
0
0
0.009
—0.0462
0
0
0.009
0

0
0
0

-0.2125
0
0
0.0695
0

[=l=lelNo o)

0
0.0518
0
0
—0.0073
0
0
0
0
0.05
0
0
—0.009
0.0462
0
0
—0.009
0

0
0
0

0 0

0 0

0 0

0 0
0.0966 —0.0966

0 0

0 0
—0.0219 0.0219
0.0955 —0.0955

0 0

0 0
—0.0216  0.0216

0 0

0 0

0 0

0 0
0.1224 -0.1224

0 0

0 0
—0.0336 0.0336

0 0

0 0

0 0

0 0

0 0

0 0

0 0

0 0
—0.0528 0.0528

0 0

0 0
0.0101 -0.0101

02125
0
0
—0.0695
0

0
0
0
0
0
0
0
—0.0518
0
0
0.0073
0
0
0
0
—0.05
0
0
0.009
—0.0462
0
0
0.009
0

0
0
0

0
0.1116
0.1236

0

O OO0 OO0 o oo

o

—0.0166
—0.0186

o O o o

0
—0.0175
—0.0189

0

0
—0.0163
—-0.0173

0

0
0
0
0

SO ooocooooo

|
o
° vl
N
o

o

0.0101

0
—-0.1116
—0.1236

0

[==leleleNoNeN-)

(=]

0.0166
0.0186

—0.017
0
0
0.0091

O OO0 OO0 o oo

|
= =
8 oo S
= 3
=

(==l =]

o O O o

0.0477
0.0536

0.048
0.0532

o O oo

0.069
0.0764

0
—0.009
0.0462

0

0
—0.009

—-0.0175
—0.0189
0
0
—0.0163
—0.0173
0

0
0
0
0

o O O oo oo

|

2 3
OO0 090 00 o

o o

= =

—_

o

0.0693

—0.0164
0.0783

—0.0208

o O O o

0.0477
0.0536

0.048
0.0532

o O oo

0.069
0.0764

[=eleNeloNeNeoReNe)

o

—0.0236
—0.0263

0 0
—0.0149 0.0149
—0.0168 0.0168

0 0

0 0

0 0

0 0

0 0

0 0

0 0

0 0

0 0

0 0
0.0026 —0.0026
0.0027 —0.0027

0 0

0 0

0 0

0 0

0 0

0 0
0.0412 -0.0412
0.0464 —0.0464

0 0

0 0
0.0507 —0.0507
0.0565 —0.0565

0 0

0 0

0 0

0 0

0 0

(35)

997

$25-9SF (600Z) 9Z€ uoupIqiA puv punos fo jpuinof /o 32 [iH 'O'S



S.G. Hill et al. / Journal of Sound and Vibration 326 (2009) 456-475 467

160 | ) .
' i
—_ [l |
¢ Py
= b
g
£ 120 R
m [ RN
© R T YA
[0} Iy
=] 1 )t "
© / \
E 80 /\ N~
d

3 T
i} .

2 3 .- 5.7

_ech LT
40 | - 6 ]

- -

- P

- LT

0 100 200 300 400 500 600 700
Frequency (Hz)

Fig. 3. Eigenvalues of the A as a function of frequency.

Observe in Eq. (35) that for each of the columns (the cavity modes) there is one multipole which often couples to the
cavity mode significantly more than any other. Based on Eq. (25) then it is expected that the most important radiation
pattern at each cavity mode will strongly resemble the corresponding multipole with the best coupling. Illustrated in Fig. 3
are the eigenvalues of A (Eq. (25)) over the frequency range 5-700Hz. It is important to note that these eigenvalue
amplitudes are sorted based on the eigenvector, accordingly the most efficient radiation pattern (recall the patterns are
determined by the eigenvectors) at 10Hz is the second most efficient shape at 300 Hz. From this point on when an
orthogonal radiation pattern is referred to as the first, second, etc., these numerical descriptions are based on the order of
radiation efficiency calculated at 5Hz.

There is some variation of the eigenvectors of A over the frequency range 5-700 Hz, however, it is small enough to
neglect. Such an assumption can be tested by comparing the achievable attenuation in comparison to the maximum
theoretical possible for a given control arrangement; as will be done in the next section.

One curious characteristic of Fig. 3 is that the eigenvalue variation is not entirely smooth, observe the sharp swapping of
eigenvector order. Observe that, the first and the fifth orthogonal radiation patterns swap at 480 Hz. Later, at 550 Hz they
swap back again. The first and fifth radiation patterns later swap again, at 610 Hz. The third and sixth radiation patterns also
swap, at 634 Hz. On two occasions the swapping occurs at a cavity mode frequency (though at amplitudes far below the
eigenvalue at the peak). Exactly why this sharp swapping occurs is difficult to explain as the plotted data are a result of the
inner workings of singular value decomposition on a matrix, A, that varies with frequency. It is important to observe that in
each case the swap occurs near a trough of the eigenvalue; away from the peaks where maximum contribution to the
global error occurs. Based on the values of g;; in Eq. (35) it is clear that the swap present in the figure matches the physical
system. This point is observable in f;; as the multipole radiation patterns (the rows in B;;) that couple the best to cavity
modes (the columns in B;;) 1, 2 and 5 are not the same as the ones that couple the best to cavity modes 9 and 10 (columns 9
and 10 of B; ;). Therefore the eigenvectors associated with the highest eigenvalue near the 1st, 2nd and 5th cavity resonance
frequencies must be dominated by different acoustic multipoles than the eigenvector associated with the highest
eigenvalue at the 9th and 10th cavity mode.

Observe that over the plotted frequency range there are only six orthogonal radiation patterns that will contribute to the
global error within the cavity. Illustrated in Fig. 4 are these six orthogonal radiation patterns, evaluated at 1 Hz. Observe
that the most efficient orthogonal pattern is monopole like (and is dominated by the contribution of the multipole
corresponding to the first row of the Hadamard matrix), the second and third patterns are dipole like and the fourth
quadrupole like. For the remainder, as the order increases, so does the complexity of the orthogonal shape. Even though the
theoretical development of generalized orthogonal contributors here is for an acoustic enclosure, the orthogonal radiation
patterns illustrated in Fig. 4 are remarkably similar to those also based on the multipole technique, applied in the acoustic
free field [26]. The X and O that is marked on each of the radiation patterns in Fig. 4 shows the location of the disturbance
and control source locations used in the next section. It is important to mention that the orthogonal radiation patterns
themselves are independent of any excitation positions.

Returning to Fig. 3, observe the coupling between the orthogonal radiation patterns and the cavity modes is very
selective, which is a consequence of the contents in B;; (Eq. (35)). The orthogonal shapes in Fig. 4 illustrate why the
coupling is so selective, as the shapes can be classified in a similar way to vibration modes in terms of their modal indices,
which indicate the number of peaks in the mode shape-along each axis. Observe that the first acoustic radiation pattern
couples well with the cavity modes 0,0,N (L,M, N), where N = 1, 2,...; the second acoustic radiation pattern couples well
with the 0, 1, N cavity modes; the third with 1,0, N cavity modes; the fourth with 0, 2, N; the fifth with 1,1, N; and the sixth
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Fig. 4. Orthogonal sound pressure shapes in the near vicinity of a planar radiator radiating into the cavity: orthogonal radiation pattern (a) one, (b) two,
(c) three, (d) four, (e) five, (f) six.

1,2, N. One of the implications of this selective coupling is that as the number of cavity modes increases, if the indices of
the cavity modes do not fall into any of these sets more and more orthogonal radiation patterns will be needed to be
measured and then minimized—to achieve a broadband reduction of the global error.

3.2. Attenuation of the global error

The aim of the control simulations is to test what level of global attenuation occurs when the resolved multipole
radiation patterns are minimized, and compare this to the level of global attenuation that is maximally possible with the
given control source placement. The modelling technique is the standard open-loop approach, where the quadratic error
criterion is minimized analytically; a result that is independent of the precise control approach (i.e. feedforward or feedback,
etc.) that is used in practice. An overview of the technique, applied to controlling acoustic radiation (pressure) from a
simply supported rectangular panel can be found in Ref. [34].

Consider now the case where an active control system is built on the orthogonal radiation patterns, shown in Fig. 4, as
error signals. The implementation will use vibration sensors placed at the location of each virtual monopoles used in the
decomposition, these structural signals are then filtered to estimate the orthogonal radiation patterns forming the error
signals which are then minimized. The general physical and mathematical approach are illustrated in Fig 2.

In the control simulation a primary disturbance is located at (0.117 m, 0.272 m) (x, y), relative to the bottom left corner of
the panel. A control source is located at (0.273 m, 0.408 m). Two sensing strategies will be investigated in simulation: one
that uses measurements obtained in the vibration domain, the other from the acoustic domain. In each case 32 sensors will
be used, matching the number of virtual monopoles used in the decomposition process of the global error. The sensors are
placed at the locations of the virtual monopoles. In this case the modal filtering weights to derive the six orthogonal
contributors emulating from the panel into the cavity are defined in Eqgs. (29) and (30). Illustrated in Fig. 5 are the
normalized weights shown for each sensor location.

3.2.1. Vibration sensing

While the sensing system design approach developed here is very much acoustic-centric, with a set of orthogonal
acoustic functions describing the global error, it is still important to be able to implement the strategy with vibration
sensors (as they do have some positive points for global acoustic problems). Such structural sensing systems are an integral
part of much current smart structure research to which the approach developed here is amendable.

Fig. 6 shows the reduction in the global error, acoustic potential energy, when the first, the first four and all six
orthogonal radiation patterns from the panel to the acoustic potential energy are controlled. For comparison is the
maximum achievable attenuation for the given control arrangement. The result in Fig. 6 uses multipole radiation patterns
as defined in Eq. (11) evaluated at a single frequency, 1 Hz. With this single (fixed frequency) result for /(r) the coupling
matrix B;; has been calculated (Eq. (19)). This single (fixed frequency) result of g;; has then been assumed constant for the
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Fig. 5. The normalized modal filter weights for the sensors places at the virtual monopole locations: weight set (a) one, (b) two, (c) three, (d) four, (e) five,
(f) six.
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Fig. 6. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four - — . — . -, 3
all six , and the maximum achievable

calculation of A (Eq. (25)), from which Q! follows. In the simulation Q! has been calculated at 10Hz, and assumed
constant over the entire frequency range (0-700 Hz). There is some flexibility with regards to which frequency to evaluate
Q! because over the considered frequency range the values are relatively constant. Here different frequencies at which to
evaluate f;; and Q! have been chosen just to show the technique works when Q ~! is evaluated at a frequency different to
that where B;; is evaluated (the same results in attenuation of the global error result when Q! is evaluated at 1Hz,
however, the frequency at which to evaluate g;; is going to be restricted by the minimum sphere issue discussed earlier).
Finally the resulting quantities in a,.,o (Eq. (30)) are weighted by the frequency dependent weights in A.

As would be expected, attenuating the first orthogonal radiation pattern delivers excellent control at the cavity mode
frequencies, which the first radiation pattern couples well too. Observe that when the first four orthogonal radiation
patterns are minimized the maximum possible attenuation is achieved over the entire frequency range at all frequencies
except around the two highest cavity modes where the fifth and six orthogonal radiation patterns are the dominant
contributors to the global error. Fig. 6 clearly demonstrates that the combined assumptions (that, y(r) is evaluated just in
front of the panel (rather than on it); that the evaluation is at a single frequency, for a broadband problem; that the
eigenvectors Q! are fixed over the entire frequency range) do not influence the maximum achievable attenuation.
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Fig. 7. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — — the first four = —. —. -,
all six , and the maximum achievable ——— (eigenvalue weights are fixed at 100 Hz values).
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Fig. 8. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four
all six , and the maximum achievable ———— (eigenvalue weights are fixed at 200 Hz values).

Therefore each assumption is shown to be practically workable. In summary, what has been demonstrated is the
minimization of a generalized set of orthogonal error functions which are applicable to any type of noise source radiating
into an acoustic cavity is capable of achieving the maximum theoretical possible for a given control arrangement, as long as
the assumptions made in the development are also valid. Consequently, in terms of the reduction of the global error, the
decomposition technique offers no obstacles to achieve the best possible global attenuation.

Having seen that the approach of minimizing the orthogonal radiation pattern amplitudes, calculated using the
eigenvectors of the error weighting matrix A that are strictly only correct for a single frequency (as could be measured by
something like a shaped sensor), weighted by the eigenvalue (A, illustrated in Fig. 3) evaluated at each frequency is
theoretically capable of producing the maximum achievable for the given set up; the final question to address is it a
practical approach? While it is straightforward to implement in simulation the frequency dependent eigenvalue weightings
(A), in practice this means the construction of a frequency dependent filter with the shape corresponding to that in Fig. 3.
To answer this question consider the case where the control strategy uses fixed eigenvalue weightings (evaluated at a
single frequency) over the entire frequency range 5-700 Hz. Illustrated in Figs. 7-9 is the attenuation achieved when one,
four and all six of the orthogonal radiation patterns are minimized. The figures follow the exact procedure used for Fig. 6,
except here the eigenvalue weightings (A) are fixed at 100, 200 and 300 Hz, respectively. Observe that the achieved
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Fig. 9. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four = — . —. -, X
all six , and the maximum achievable ——— (eigenvalue weights are fixed at 300 Hz values).

attenuation of the global error is far less impressive than in Fig. 6, where the eigenvalue weights were calculated at each
discrete frequency. Overall Figs. 7-9 show that the maximum level of attenuation is achieved at or near the ‘perfect’
frequency, where the eigenvalues are evaluated. However, at other frequencies attenuation close to the maximum
achievable (or that achieved in Fig. 6 for a small number of orthogonal radiation patterns) will only be achieved where the
relative ratios of the values in A at the ‘perfect’ frequency are similar to those at other frequencies. The results in Figs. 7-9
indicate the importance of obtaining a set of errors which accurately reflect the global quantity to be minimized. In this
example the problem is that the vibration sensors on the panel do not measure the acoustic modes accurately or even at all.
Observe in Figs. 7-9, the 18th and 19th cavity modes are never controlled as the sensing system never measures any
spectral peaks at the corresponding frequencies contributing to the global error. The simulation shows that in the
vibration-centric sensing approach here, what is measured is essentially just the panel vibration modes, hence for system
spectral peaks controlled by the cavity to be present in the amplitudes of the orthogonal contributors (which are
minimized) these signals must be weighted by eigenvalue amplitudes (A) to effectively include the resonance frequencies
controlled by the cavity in the error. The reason that the acoustic controlled modes are not measured well on the structure
is essentially due to the weak coupling within the system, or in loose terms, the cavity modes do not have enough authority
over the panel to be present in measurements taken on the panel. For control of sound transmission into coupled cavities,
sensing vibration to obtain an estimate of acoustic potential energy will then be a practical concern for any decomposition
method of the global error.

In terms of a practical active noise control system the main issue for the decomposition here is the ease to which a filter
with frequency characteristics dictated by the singular values associated with the eigenvalues plotted in Fig. 3 can be
constructed. Essentially this problem reduces to constructing a set of filters that will mirror the response spectrum of a
specific set of acoustic modes. While this is possible, it is not as straightforward as the construction of what are essentially
high-pass filters for the control of acoustic power in the free field, which based on similar global, generalized functions
have been successfully completed in experiments [23,25]. Furthermore, the problem becomes more complicated as modal
density increases, requiring the measurement and control of evermore orthogonal radiation patterns. Therefore while the
use of structural velocity measurements as error signals in active control systems targeting attenuation of sound
transmission into coupled enclosures using vibration control sources is feasible, practical implementation needs to be
assessed on a per-problem basis. The critical factors determining practical implementation are: the frequency range of
interest; and modal density of the enclosure.

Based on this considerable drawback to practical implementation, acoustic sensing of the orthogonal radiation patterns
will be investigated.

3.2.2. Acoustic sensing

Instead of vibration sensors on the panel measuring the virtual monopole amplitudes, in this section microphones
adjacent the vibrating surface are used to measure the virtual monopole amplitudes. The physical arrangement and the
mathematical procedure are similar to that illustrated in Fig. 2. The beauty of the generalized sensing technique presented
here is that the modal filter weights are general; not only in their application to any type noise source but also the domain
to which the virtual monopole amplitudes are being measured. This simulation will illustrate this point.
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The locations of the 32 microphones are positioned at the location of the virtual monopoles over the x-y plane at 0.1 m
from the panel (where y(r) was evaluated for g; and thus the modal filtering weights), thus they will measure the virtual
monopole amplitudes directly, thereby simplifying the sensing procedure to that described in Eq. (29). By using such
placement the outputs will contain both the spectral peaks controlled by the panel and also the spectral peaks controlled
by the acoustic cavity. As will be shown the presence of spectral peaks controlled by each domain (structural and acoustic)
in the error signal will make a significant difference in a broadband practical system.

As a consequence of the decomposition technique being generalized, exactly the same modal filtering weights are used
as in the previous section to resolve the amplitudes orthogonal radiation patterns. As a starting point, like the previous
section, the frequency variation of the eigenvalues is included in the calculation. The location of the disturbance and
control point forces on the panel remain the same as in the previous section. Illustrated in Fig. 10 is the attenuation
achieved when the first; first four; and all six multipole patterns (orthogonal contributors to acoustic potential energy
within the cavity) are minimized. The maximum achievable attenuation for the given source arrangement is plotted for
assessment of the techniques viability. Observe the similarity of the results with that in Fig. 6 where vibration sensors were
used to obtain the amplitudes of the orthogonal radiation patterns.

Acoustic Potential Energy Reduction (dB)

0 100 200 300 400 500 600 700

Frequency (Hz)
Fig. 10. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four
------- , all six , and the maximum achievable ———; acoustic sensing.
60
1
o ]
o
kS \
c K
o 1 .
E=] \ h '
1 I '
2401 % & i
Q L Y . []
© AT . [
> 1 ¢ n i
D r 1 ¢ n []
E 1 d : na b m
c \ " n nay hom r Y
w 1 i 1 n ni :I .': ¢ 4
e n
© 20 + \‘ ! 1y h |: i
..E \ 1 II
o) v
-— LI )
DC: r ) 1 lI
1

2 ‘ J
7] \
=1 L
o 0 boe
< ‘-

0 100 200 300 400 500 600 700
Frequency (Hz)

Fig. 11. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four
all six , and the maximum achievable ———— (eigenvalue weights are fixed at 100 Hz values); acoustic sensing.
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Fig. 12. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four
------- , all six , and the maximum achievable (eigenvalue weights are fixed at 200 Hz values); acoustic sensing.

60 r,
1
1
_I
1
v
] HI [
4\ N i
gt - ]
AP | "
1 | "
L ] | n
\ ] ; N
20 | \ | i
|‘ 1
\

Acoustic Potential Energy Reduction (dB)

0 100 200 300 400 500 600 700

Frequency (Hz)
Fig. 13. Attenuation of the global error, acoustic potential energy when minimizing the first orthogonal radiation pattern — — — —, the first four
------- , all six , and the maximum achievable ———— (eigenvalue weights are fixed at 300 Hz values); acoustic sensing.

It was illustrated in the previous section that when the frequency dependent weighting factors, A, are ignored the
performance of the system is significantly reduced, limiting the application of structural based sensing systems to practical
situations with a low modal density or a narrow frequency range of interest. Consider now the case where the frequency
dependent variation of A, used in the sensing procedure illustrated in Fig. 2, is ignored for the acoustic sensing case.
[llustrated in Figs. 11-13 is the attenuation achieved when the first; first four; and all six multipole patterns are controlled.
Observe that while each figure indicates some loss of performance in comparison to Fig. 10, the reduction would not be in
the order to render the approach impractical, in the situation where a broad frequency range is considered and the target
enclosure is modally dense. Such an outcome is a significant improvement over structural sensing and an important
development for practical implementation as the best possible attenuation can be expected when the generalized radiation
patterns are measured in the acoustic domain. The generalizing of the global error construction and the resulting sensing
approach simplifies greatly the implementation of active control systems for noise radiation into cavities by overcoming
the shortfalls of structural-centric approaches and thus opening application to practical situations beyond the laboratory.

There are several factors which contribute to the good attenuation in the global error when the frequency dependency
of the eigenvalues weights, A, is ignored when acoustic sensors are used. Two factors appear most important. Firstly the
sensors measure acoustic quantities, which are directly related to the acoustic global error (as opposed to structural sensors
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which are only directly related to vibration quantities). Secondly is the location of the sensors. As an acoustic quantity is
measured within the cavity, the acoustic characteristics of the cavity will be present in sensor outputs, that is the spectral
peaks controlled by the cavity will already be present in the amplitudes of the orthogonal radiation patterns (Eq. (29)).
Consider also that due to the close proximity of the acoustic sensors to the panel, spectral peaks controlled by the structural
modes are also present. The end result is that the multipole amplitudes (the orthogonal error signals) contain spectral
peaks associated with all system resonances—structural and acoustic. As shown by the simulation results, in the acoustic
sensing case the need for frequency dependent weighting of the multipole amplitudes is significantly reduced.

4. Conclusions

A novel generalized approach to the sensing of functions, which contribute orthogonally to the global error (potential
energy), within an enclosure has been presented. The developed orthogonal functions are generalized, as they are
fundamentally acoustic based and thus not constrained to being applied to structural sources or defined by structural
measurements. Therefore application can be made to any noise source, facilitating wide practical implementation of the
technique. The presented approach makes a significant improvement over previous work, which has taken a vibration-
centric approach working with structural modes and postulating structural measurements. The requirement of detailed
structural knowledge inherent in such approaches has limited the hope of moving beyond small-scale laboratory
implementations to more practical problems.

The development of the orthogonal multipoles for cavity noise is built on fundamental acoustic radiation patterns,
generated from an array of virtual monopoles whose phases are defined by the Hadamard matrix. It was shown that the
most efficient radiator for a planar radiator transferring energy into the enclosure is monopole like. The second and third
were shown to be dipole like and the fourth a quadrupole like. A strength of the decomposition strategy is that in the use of
these fundamental acoustic shapes, the radiation from any source into the enclosure can be divided up into a small set of
orthogonal contributors, giving the designer a target for a quantity to measure and control.

Simulations were completed to illustrate the validity of the novel approach by illustrating that a controller minimizing
the generalized orthogonal functions will achieve the maximum possible attenuation of the global error. The simulation
target was the case where a vibrating panel is radiating into an enclosure. The control approach sought to minimize the
global error within the cavity, based on minimizing the small set of multipole amplitudes, filtered from a larger number of
sensors. Attenuation of the global error using structural sensors and acoustic sensors was presented. The results indicated
that using both structural and acoustic sensors provided an error signal, which enabled the maximum level of global error
attenuation to be achieved. That the generalized decomposition method provides no obstacle to the active control system
achieving the maximum possible attenuation of the global error proved that the assumptions made in the development are
indeed workable. Furthermore as the decomposition is general, the technique is capable of achieving maximum
attenuation in any given physical set-up provided that the same assumptions made in the development (weak coupling,
etc.) are also valid in the practical case being considered.

Practical aspects of the active control implementation were also considered in the simulations. It was shown that
ultimately using vibration based sensors to measure the multipole amplitudes will only be a practical solution in particular
cases. The limiting factor for practical implementation of a structural based sensing approach is the construction of filters
that will match the response spectrum of a specific set of acoustic modes. While this is possible, it is not straightforward,
particularly as modal density and the frequency range of interest increases.

However, an active noise control system built on acoustic sensors and structural actuators showed that even when the
frequency dependence of the eigenvalues of the weighting matrix are ignored, the level of attenuation is still relatively
close to the maximum theoretically possible. The reason for the difference is that the structural measurements alone do not
contain the spectral peaks controlled by the cavity (on the whole). As not all system spectral peaks are present in the error
estimate, control effectiveness is reduced. In the case of acoustic sensors placed in the close vicinity of the panel, the
filtered multipole amplitudes will contain all system spectral peaks (both structural and acoustic controlled peaks),
therefore the frequency dependent weights defined by the eigenvalues are not as important and control of the global error
is not influenced as much over a wide frequency range.

Overall the results indicated that for an enclosed structural-acoustic system where the goal is to reduce a global
acoustic property, acoustic sensors yield the optimal and more practical solution.
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